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= Usage % of all users & 7
WeDbRTC Peer-to-peer connections &-wo )
Global 94.2% +0.15% = 94.36%
Method of allowing two users to communicate directly, browser unprefixed: 89.63% + 0.15% = B89.78%
to browser using the RTCPeerConnection API.
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1212, WebRTC Z2EZ AEH / £X] : M Meszaros, F. Trojahn, Bachelor Thesis,
Hochschule fiir Telekommunikation Leipzig, December 2017[5]
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Emerging Use Cases
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121 4. WebRTC AH2 Al2|(Use Cases)
[ &X : The Future of WebRTC: Innovative Use Cases of Real-Time Audio and Video Communications, callstats.io, May 2018[6]
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